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PRODUCT FEATURES

1. Commearcial grade high-quality speakemhaonea
2. Handsat volume 8 levels adiustable

3. Speaker volume 8 levels adiustable

4. Massage waiting & incoming call indication
5. Last 10 dialed numbers review and redial
6. Hold function

7. Do not disturb

8. Automatic call imer

9. 3 way conference

10. On-hook predial

11. 7 onatouch spead dial mamory

12. 8 nng melodies selactable

13. Ringer valuma 8 levels adjustable

14. Mute function

15. Mobile phona RF | notse immunity

16. Vioice mail indication

17. Desk wall mountable

18. 10 mamoary for receivedimissad calls
19. Date and time stamp

20. Review caller ID

21. Ramove caller 1D (singla/all)

22, Voica activity detection

23. Comfort noise ganaration

24. Packet loss concealmeant

25, Quality of sarvice

26. Line acho cancellation

27. 10/100Mbps Etharnet switch

28. DHCP diant suppaort

29. Fited IP address suppont

30. RTP

31. Dynamic Domain Name Service support
32. Comply with ITU-T/DTMF

33. Auto provisioning

34. SIP protocol



IMPORTANT SAFETY INSTRUCTIONS

When using your telephone equipment, basic safely pracautions should always

be followed to reduce the risk of fire, electne shock and injury o individuals.

1. Read and undarstand all directions.

2. Follow all wamings and instructions.

3. Unplug this product from the wall outlet before deaning. Do not use liguid
cleanars or aarosol cleanars. Usea a damp cloth for deaning.

4. Do not usea this product near water.(i.e. Near a bathtub, kitchen sink, washing
machinea, in a wet basament, or near a swimming pool.) Avaid spilling liquid
on the product.

5. Do not place this product on an unstable cart, stand, or table. Senous
Damage may occur to the product if it falls.

6. Do not allow anything to rest on any cord connadcted to IP phone. Do not
locate this phone whera the cord might be damaged by persons walking on it

7. Never put foreign objects of any kKind into the product as they may touch
dangerous vollage points or short out parts that could resultin a risk of fire or
alacirical shock.

8. Toraduce the nsk of electne shock, do not disassamble this product, take it
o a qualified service parson if sanice of repair work is requined. Opening or
removing cover may axpose you to dangarous voltages or other risks.
Operate after Incomect reassembly can cause elactnc shock.

9. Adjust only the controls that are covered by the aperating instructions.
Improper adustment of contrals may result in malfunction that could require
axiensve work by a qualified technician.

10. Refer servicing to qualified service parsonnal if the fallowing should occur:

If the cord or plug s damaged of fraved.

If iquid has baen spilled into the product,

If the product has been exposed to rain or water.

If the product does not operate narmally by following operating instructions,
If the product has bean dropped or the cabinet has been damaged.

If the product exhibits a distinct change in paformanca.

11. Avoid using IP Phone during an elactncal storm. There may be risks of

elactric shock from lightning.

12. Do not use tha IP Phone in the vicinity of a gas leak.

13. Tha handsaet recaver may retain dangerous matenals such as metallic

pins and staples because the recaiver is magnetic,



LOCATION AND FUNCTION OF CONTROLS

B LCD. e Display the phone number, date, time and
othar information

) MESSAGE.............ccocoeene.. Prass to link o voicamail sarver to retieve
VOICE messages

©) FORWARD......cooooovverrroreernns a. Off-hook, press to activale forwarding

function to forward incoming call to an
assignad telephona number

b. Off-hook, press to deactivate forwarding
function if it is previously actvalad
) CONF....ooooeeeeeee e a. Prass 1o jain a third party into a
confarence call
b. Prass to remove the last jpined parnty from

confarence call
B hor Yo Mavigation keys
G STORE.....ooovooeeeeeen, a. Confirm forwarding phone numbear

b. Store spead-dial mamaory
¢. Confirm nng melody
d. Confirm phone sattings



0 SET ..., Prass to anter phone setting page

D ENTER ..o, Press to move B sub-menus
) DEL...oooooooeoeeeeee a. Delete digits or characters under the
circumstances of aditing

i. Press to edit the number while initiating
a call or a call conferance or pre-dial
ii. Press o adit he number when satting
forwarding number
iii. Prass to edit the phane number when
pragramming speead dial
b. Press to delete contact information
i. Delate caller 1D from recaived calls
ii. Dadete caller ID from missad calls
iii. Dalate contact information from
outgoing calls
D CLID oo Press o anter log page of missed and
Recaived calls
D avo Fhgpay a. On handset, press to adjust hands et
walume
b. On speakerphone, press to adjust
spaakar volumae
¢. On headset, press o adjust headset
vl uime
d. On-hook, press to adjust nnger volume
B MUTE ..o, a. Prass to mute all microphones
b. Prass to resume convarsation from mute
B HOLD oo a. Press to put an active call on hald
O b. Prass to resume convarsation from hald
INUSE.....c..oooniiieeeeeereeiin, a. Light when tha phone is in use
b. Flashing when there is incoming call
15 J: ot A a. Press to activate speakerphone or
headset
b. Prass to deactivate speakemhone or
headset
D TRANSFER........cooovveeereerenene. Prass to transfer a call
P REDIALIOUT .coovveeveeen, a. On-hook, press to enter log page of
outgaing calls
b. Off-hook, press to dial last dialed number
automatically



i) DIALING KEYS (003 #)....... a. Dual numbears and axlansions
b. (0-9) spaad-cial key

) SPEAKER............ooooveeeeeenn Riger sound is spread from hare

l.'},'-.'; WALL MOUNT HOOHK............. Tum 180 degrae 1a hang the handsal whan
the uritis wall mounled

) HOOK OM/OFF SWITCH......... Press toend a call

i f

[=0 s

&
¥

L3

“# POWER JACK

#x ETHERMNET JACK
I ETHERNET JACK
¢ HEADSET JACK

a3 HAMDSET JACK

i



1.

Piug the AC adaptor cord to the DC IN 12V on the rear of the base unit
and plug the other end into the wall outiet if the phone is not POE
supported.

. Plug one end of the Rj45 connactor of Ethemet cable into the LAN port on

the rear of the phone, plug the other and of the cable into the Hub, Router,
ADSLCable modam or other broadband device.

. If the phone is to be connected to a PC, have ancther Etharnet cable plug

inta the PC port on the rear of the phone, then plug the other end of the
cable into the Rj45 jack on the PC afler installaton step 2.

ADEL Modam

Router or Hulb

ADEL Modem

AC Adapter
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IPO025 IP Phone web page setting

The web interface has two privilege levels: Administrator and User. Both privilege levels are
password protected by default. The user names for the Administrator and User are “admin”
and “user” respectively. And the default password for both privilege levels is “voip”.

The major difference between an Administrator and a User is Administrator has full control
over the VolIP device while User only has limited control. Below is a screen shot of the login

prompt.

A§83] 100.100.100.101

!

EREERW: G wer v
TR | |
WEEE i

[ e [ = |
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Home
This following pages are the first page displayed when the device is logged in by an
Administrator or a User. As the screen shots shown below, user level privilege doesn’t have
access to the configuration page of CODECS, Download and Configuration.
It shows how long the device has been running since its last reboot, the IP address the device
is currently using, whether or not the device is password protected, and also displays the main

application and downloader application firmware versions. In addition, MAC address of the

WAN port, and serial number of the device, if it has one, are also displayed in this page.

Welcome to the C56222 VolP IPP200V05 Phone download and configuration utility.
Select from the configuration options in the menu on the top.

System Information

Systern Uptime: Odays, 1Th8Tm 7s

MNTF time: 10:48PM 05/11/2006 (GMT-8) DET
LAM IP Address: 100.100.100.101 {Dynamic)

MAC Address: 00:ff.00:fa:09:01

Serial Number:

Security: Fassword installed

Application Code Version: YR 4.1 Betat (M3CS P200045) Build-Date: May 4 2006
Downloader Code Version: ¥R 4.2 Betal (M5CS P20005)

ad Configuration Reset Logout

Welcome to the CS6222 VolP IPP200V05 Phone download and configuration utility.
Select from the configuration options in the menu on the top.

System Information

System Uptime: 0 days, Th 54m 45

NTP time: 10:46PM 051 1/2006 (GMT-8) DST
LAM IP Address: 100100100101 (Dynamic)

MAC Address: 00:f00:f2:09:01

Serial Mumber:

Security: FPassword installed

Application Code Version: VR 4.1 Betal (MSCS P20005) Build-Date: May 4 2006
Downloader Code Version: WR 4.2 Betal (MSCS P20005)

LAN

The following page allows configuration of the device's local network settings. Sub-pages are
available for the following on the left of page: the LAN interface status, configuration of the
LAN interface settings, and configuration of DHCP server settings, and Port Forwarding
(NAPT) Settings.

The page displays the current status of the LAN interface, including the IP address and other

network settings the interface is currently using.
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Mload Configuration Reset Logouot

LAN Status
Interface Status

Enabled: Yes

Protacal: Ethernat

Interface Status:  Up

Link Status: 100M hps, Full Duplex
Metwork Settings

IP Address: 100.100.100.101

WAC Address: Q000 fa:09:01

Subnet Mask: 255.255.2545.0

Default Gatewray: 10010010049

Host Mame:

Domain Mame: Kingtel

Priarity Tao: Mot set

Update

LAN Settings

The following page allows the user to configure the private LAN interface settings. Assign an
IP address to the LAN Ethernet port. This IP address is also the default router address for the
devices on the private LAN. The default LAN interface IP address is set to 192.168.1.1. Enter
the subnet mask for the private LAN. If you wish to set the broadcast and multicast limits for
the bridge/router, enter these values as percentages of the LAN interface Ethernet bit rate.
Leaving these values blank will imply values of 100%.

Press "Save LAN Settings" to save and apply the LAN interface settings. Any new settings will

take effect immediately.

whload Configuration Reset Looout

LAN Configuration

{(¥) Use DHCP to obtain LAN configuration
) Specify fixed LAN configuration

@Automaticallv ohtain OME server settings
O Manual DMS server settings

Host Mame: | |

Damain Mame: | |

Save LAN Settings
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SIP

Server

The following page allows configuration of the SIP server and endpoint settings.

Enter the address and port value of the SIP server. The address may be an IP address or the
name of the server. If no SIP server address is entered, the device will attempt to self provision
a SIP server using a DNS query. For this to be successful, ensure that the DNS settings on the
device include a DNS server address which is configured with the SIP server address and will
respond to the query, and the appropriate domain name of the network.

If you wish to specify a special SIP domain name, you may enter the domain name here. If no
domain name is entered, the SIP domain name will be set to that of the network (i.e. that which
is obtained via DHCP, or specified on the LAN settings page).

The currently provisioned SIP Server and Domain are displayed beside "SIP Server Settings"
for informational purposes. Select whether or not to send a Registration Request to the SIP
server by checking the box next to "Send Registration Request".

For the endpoint, set the dial plan to be used by all lines, and select the transport method to be
used for SIP signaling (either UDP or TCP). For each line on the endpoint (NOTE: The IP
Phone has a single line), enter the Line Phone Number, Caller-ID Name, signaling port value,

authentication Username and Password, and select if AEC is to be performed on this line.

Press "Save SIP Settings" to save the new values.

Home 8 ¥ nfiguration Reset Logout

SIP Server Configuration

(Current Server; 100.100.100.4 - 5060 ; Domain: 100.100.100.4) (Current Server: . 0 Domain: )

* Part: * Port:

Diomain Mame: | | Damain Mame: ‘ |
Send Registration Reguest with Expire Time O zend Registration Reguestwith Expire Time l:l
Cuthound Proxy IP |:| {IP ar FQDM) Cuthound Proxy IP: l:l {IP ar FADM)
Cutbound Prowxy Port: Cuthound Proxy Port:

RTP Port Number Setting(5000-65535) [ || |

MAT Traversal Settings
@ MOMNE
O UPNF Cantral Point

Ostunsererip:|  JgporFopmy  STUNSemerPor| |
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Extension

The following page allows specification of the SIP signaling stack behavior under certain

scenarios.

1.

Support PRACK method: If you wish for the SIP stack to implement reliable transmission of

provisional responses according to RFC 3262 (using the PRACK method) ,check the option.

. Encode SIP URI with user parameter: include the user parameter “user=phone” in the SIP

URI headers.

3. Session Timer use UPDATE method: Session timer use update instead of reinvite.

. Call Hold using C=0.0.0.0: using the call hold method described in RFC2543. If unchecked,

the call hold would follow RFC3263 method.

. Enable Global Number support (E.164): add prefix "+" for dialed numbers in sip invitation.

6. Send NOTIFY for REFER request: send out NOTIFY request to transferer for unattended

and attended call transfer.

. Send Message Waiting Indicator (MWI) SUBSCRIBE command: send SUBCRIBE after

registered to server to check if there are any messages to be read.

. Send INVITE with Timer header: encode Timer header in all INVITE requests for ringing
timeout.
. Enable SIP session timer: If you wish for the SIP stack to implement a session timer

according to “draft-sipsession-timer”, select the option.

10. SIP T1 Timer, SIP T2 Timer, and SIP T4 Timer: please refer to RFC3261.

Press "Save SIP Extension Settings" to save the new values.

Home LAK S|P n Download Configuration Reset Logout

SIP Extensions

] Support PRACK method with pravisional response reliability
[] Encode SIP URI with user parameter

Sesszion Timer use LIPDATE method

[] cCall Hold using c=0.0.0.0 {RFC 2543 in SDP

[ ] enable Global Number support (E.164)

[ ] send MOTIFY for REFER regquest

[ send Message Waiting Indicator (MW SUBSCRIBE command
[] Mo Authorization Header in re-REGISTER

Check existence of To Tag in INVITE 2w response

Tane
RFing



Tone
Ring

Digimap
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SIP Timers

[ Send INVITE with Timer header value: I:I Seconds
[ sIP Session Timer value: I:I Seconds

[ 5IP Keep Alive Timer value: |:| Seconds

[J Conditional Call Forwarding Timer: I:I Seconds

Inter Digit Tirmetr: I:I Seconds.

SIF T1 Tirmner: Milliseconds
SIF T2 Timer: Milliseconds
SIF T4 Tirmer: Milliseconds

Save SIP Extenzion Settings |

Gateway Settings

Dial Plan: | |

Name  Digits formatching  Operation  Digits for opsration
Digit Map1 | ||droppea  v|| |
Digit Map2 | ||droppea v/ |
Digit Map3 | ||aroppea v |
Digit Map4 | ||aroppea || |
Digit Maps | ||dzoppea || |
Digit Mapé | ||droppea  v|| |
Digit Map7 | ||droppea v/ |
Digit Maps | ||aroppea v |

*The fields must be setto 'null' if this field will do nathing.
[ # use as a quick dial function [ * use as a quick dial function
[ To enable #1to be recognized as dial number [ To enable * to be recognized as dial number

Save SIP Settings
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User 1

The following page allows the user to configure the device with phone number, caller ID,

username and password specified by the service provider.

oad Configuration R

User 1 Configuration

Line1 Phone Mumber CallerlD Mame Fort User Mame Pazsword
Primary Server | 5566 || gets IET || |
Secondary Server | I IE I |

Line1 AEC Control

Line1 Gain Control

Input Gain Control 12 ~18db | |ap
Output Gain Cantrol (12 ~18)db | |ap

Supplementary Service Subscription

Enable Call VWaiting (Reject secand incorming call)
Enable Caller-ID Display
DRejectanunymuus call

[JBlack Caller-1D in outgoing call

Digit Map

Distinctive Ring Settings

Ring1 Caller: I:I Ring2 Caller: I:I
Ringa Caller: I:I Ringd Caller: I:I
Rings Caller: I:I Ring& Caller: I:I
Rina¥ Caller: I:I Ringg Caller: I:I

Speed Dial Settings

SpeedDialt:| | sSpeedDimiz| ]
SpeedDiala| | SpeedDial4| ]
SpeedDials:| | SpeedDimle:| ]
speedDial7:| | sSpeedDialE:| ]

Save SIP User Settings |
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OOB Signaling
The following page allows configuration of the out-of-band signaling options for SIP. Select

whether OOB telephone event signaling is to be done using the SIP INFO message, or to be
done via RFC2833 RTP signaling.

em Download Configuration Reset Logout

RTP Telephone Event Configuration

Send DTMF Events | In-Band v/

RFZ2833 signalling using payload value:

] Fegenerate QOB DTWF tone

DS

Tane Save 008 Seftings

Fing

fice Code

Tos/Diffsev

The following page is used to configure the Type-of-Service/Diffserv byte values which are to
be used in the IP header of all transmitted SIP signaling packets and RTP packets. The
ToS/DiffServ byte values are entered as two-digit hexadecimal values. If no special
ToS/DiffServ value is to be used for a particular traffic type, enter"00" or leave the setting

empty. Press "Save ToS/DiffServ Settings" to save these new settings.

Home LAR SIP C m Download Configuration Reset Logout

ToSIDiffServ

Call Signalling Packets: (2 Hex digit byte value)
RTP Packets: (2 Hex digit byte value)

Save ToSMiffSery Settings |
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Tone
The following page is used to configure Tones which applies in order to acknowledge users.
Dial Tone: The tone you hear when you pick up handset
Recall Dial Tone: The tone when you hold callee and prepare to make another call.
Confirm Tone: The tone after you've set up some service, like DND (Do Not Disturb), Call
Forwarding, etc.
Ring Back Tone: The audible ringing you hear before callee picks up and answers your call.
Busy Tone: The tone indicates the number you dialed is in busy now.
Reorder Tone: The tone you hear if you dial an invalid number or the call is not available.
Receiver-Off-Hook Tone: The tone to alert you to place the handset on-hook.
Message-Waiting-Indicator Tone: The tone to notify you to call for message box.
Call-Waiting-Indicator Tone: The tone to make you aware of the second incoming call while

you're in conversations.

Home LAN SIP

Tone Configuration

Dial Tone:

Recall Dial Tone:

Confirm Tone:

Busy Tone:

Reorder Tone:

Receiver-OftHoaok
Taone:
Message-YWaiting | |
Indicator Tane:

Call-Waiting | |
Indicator Tane:

| |
| |
| |
Ring Back Tone: | |
| |
| |
| |

Save Tone Settings ‘
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RING

The following page is used to configure Ring Cadences required by Rings, Call-Waiting-
Indicator, and Distinctive Ring features.

- Ring Configuration:

Default Ring: Default ring cadence when the phone rings.

Call-Waiting Reminder Ring: Ring cadence of Call-Waiting Reminder Ring.

- Distinctive Ring Configuration:

Distinctive Ring 1-8: Ring cadences provided for distinctive ring function.

You may customize them according the fixed format.

For example,
ON(500),0FF(500),R

Will cause 500 milliseconds ring on, then 500 milliseconds off, and repeat steadily.

Home LAR SIP g vad Configuration Reset Logout

Ring Configuration

Default Ring: |

Call-Waiting |

Reminder Ring:

Distictive Ring Configuration

Distinct Ring 1:

Distinct Ring 2:

Distinct Ring 3:

Distinct Ring a:

Distinct Ring &:

Distinct Ring 7:

|
|
|
Distinct Ring 4:
|
|
|
|

Distinct Ring &:

Save Ring Settings |
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Service Code
The following page is used to configure Service Code, you can subscribe for service by setting
through keypad.
Service Code Configuration:
Conditional Call Forwarding: *70#
Call Forward On: *x72#
Call Forward Off: #72#
Do Not Disturb On: x74#
Do Not Disturb Off: #74#
Call Transfer: *x98#
Call Return: *x69#
Speed Dial: *68
Note: Do NOT change the service code values unless there is a conflict between the

settings of your VoIP device and the settings provided by your service provider.

et Logaout

Service Code Configuration

Conditional Call Forwarding: |:|

Call Forwarding On Busy:
Call Farwarding On:

T Call Forwarding Off
Do Mot Disturb On:
Co Mot Disturky Off:

Call Transfer:

Call Return:

1NN ENEN

Speed Dial:

- Uze THHF or ogf format | wme01-99

Sawve Service Code Settings |
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CODECS

If the device is running one of the four VolP applications, the following page is available for
configuring the audio CODEC parameters, as well as the Jitter Buffer settings for the CODEC
decoders.

Enter which CODECs are to be supported. For some protocols (e.g. H.323 and SIP), the
G711U and G711A protocols are always supported by default. For MGCP and H.248, it is
possible to remove these CODECSs from the devices list of supported "capabilities".

Select which complex codec is to be supported. Due to memory limitations, it is not possible to
select more than one complex codec.

Select the packetization period to be used for each selected CODEC. For MGCP, a range of
packetizations may be provided for each CODEC (to be advertised in the device's
"capabilities" set).

Select whether Silence Suppression is to be supported for each CODEC.

The Jitter Buffer settings apply to all active CODEC decoders. You may choose between an
adaptive jitter buffer and a fixed jitter buffer. For an adaptive jitter buffer, choose the maximum
allowable playout delay (in milliseconds). For a fixed jitter buffer, choose the fixed playout
delay (in milliseconds).

Finally, select whether or not a decoder should automatically switch from an adaptive jitter
buffer to a fixed jitterbuffer upon fax/modem tone detection. Adaptive jitter buffers are
sometimes detrimental to fax transmission over G711 CODEC:s if they have to adapt too
rapidly or too extensively due to inconsistent and widespread packet delays. In these adverse

network conditions, a fixed jitter buffer provides superior performance when handling incoming

fax transmissions over G711 CODECSs. Press "Save CODEC Settings" to save the new
CODEC parameters.

Home LAM . yowwrnload Configuration Reset Logout

Audio/CODEC Configuration

CODECS
Selected Silence Suppression
0 o723
0 o2
0 o7z
Packetization
Jitter Buffer

@ Adaptive Jitter Buffer: | 100ms + [imaximurm playout delay in milliseconds)
O Fixed Jitter Buffer: {ﬂ}{ed playout delay in milliseconds)

[ autarnatically switch to Fixed Jitter Buffer upon faxmodem tone detection

Save CODEC Configuration |
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System
Security
The password needed to access the VolIP device via web interface can be set in the following
page. First enter the old password, then enter the new password and confirm new password.

Click on the “Change Password” button to save the change. The VolIP device will log the user

out and redirect the user to the login page.

Home LAR SIP ad Configuration Reset Logout

Set Security Password
Security

Timeout Password is currently installed

Localization
Handset Account: admin

Fort Mumber old password: | |

Ringer Tane
SHME Mew password: | |

Canfirm new paaawurd:| |

Change Password |

Timeout

This field will active, the password must be setting.

Click "System" item on the top menu.

Click "Security" on the left menu.

In HTTP Authentication Timeout field, input timeout value you want, then press change time

button. After Http Authentication timeout value expired, it will redirect to password protected

page.

Haome LAM SIF System Download Configuration Reset Logout

Set Web System Timeout

HTTP Authentication Timeaut | |iSeconds)

Handset
Faort Mumber Change Time

Ringer Tone
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Localization

Timezone:

Find the current time from a list of cities.

Country Caller ID:

The caller ID can find out who's calling you and keep track of how often they call.

Users should set the country field according to their geographical location, otherwise the Caller
ID function might not work properly.

Timezone setting:

Click "System" on the top menu.

Click "Localization" on the left menu.

In NTP Server field, enter a NTP server IP address.

If you want to use the default NTP server, this field should be blank.

In Time Zone drop down menu, select one time zone.

In Adjust clock for daylight savings checkbox, if your country has daylight savings time, you
can enable it. Press Save Localization Settings button, then system will redirect to the web
page of reset.

Country Caller ID setting:

Click "System" on the top menu. (1)

Click "Localization" on the left menu. (2)

In Country drop down menu, select one country (3).

Press Save Localization Settings button (7), then system will redirect to the web page of reset.

Home LAR SIP imwinload Caonfiguration Reset Logout

Localization
Security
Cauntry: |T.Tnited 3tates V|
NTP Server: | |
urmber Time fone: |(GMT—12:DD) Eniwetok, Kwajalein b

Ringer Tane

[ adjust clock for daylight savings

Save Localizstion Settings
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Handset
The following page allows user to configure the flash hook time interval.

Home LAR SIP System Cownload Configuration Reset Logout

IP Phone Handset Configuration

Display String: | |

Display Mumber: | |

Ringer Tone Program kKeyl, |1234
SrHmMP

Program kKeys:

Frogram Key3:

Program Keyd:

Program kKeya:

Program kKeys:

Program keys:

Frogram kKeyd:

Frograrm Keyl0:

|
|
|
|
Frogram Keyk: |
|
|
|
|
|

Frogram Keyl1:

] Allow Metwark Configuration on LCD Menu

Control Timer Values

Haoak Flash Timer Min: |:| Williseconds
Hook Flash Timer Max; |:| Milliseconds

‘Please enter a multiple of 10.(ex:10,20,30....}

Sawve Handzet Settings |
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Port Number
This allows the device to use different port number for the http server. The default port number

is 80.

Home LAR SIP ¢ 5 System Download Configuration Reset Logout

Http Server Listen Port Number Setting

Security

Timeout
T HTTF Server Fort Mumber: |:|

Change Port Mumber |

finger Tane
SrmMP

Ringer Tone
The following page allows users to select desired ring tone from the drop down list, click Save

Ring Tone Setting once selected.

Horme LAM SIF CODECS System Download Configuration Reset Logout

Ring Tone Configuration

Timenout

Laocalization

Select Default Ring Tone: |P~in';r Tone 1 %

Save Ring Tone Settings |
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SNMP
The following page is used for configuring the device's SNMP manager. Configure the SNMP

Trap Host IP address and community, the SNMP read and write community parameters, and
the SNMP System Description and System Object ID parameters.

Press "Save SNMP Settings" to apply the new values. These settings will only take effect

when the device is rebooted

Haome ad Configuration Reset Logout

SNMP Configuration

SNMP Trap Configuration
IP address: | | Trap Cammunity: |

SNMP Community Configuration
Read Community; |pu.hlic | Write Community; |private

SNMP System Configuration

Systermn Description:| |

System Objectid:  |4528 |

Save SHMP Seftings |
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Download

The following page provides two options for downloading a new firmware application image to
the device. If you wish to download the new firmware image using TFTP, enter the filename of
the ROM image and enter the IP address of the TFTP server on which this file resides.

To initiate the TFTP download process, press "Start TFTP Download." If the ROM image is
stored on the same local machine you are using to access the device’s web pages, you can
choose to download the ROM file to the device using an HTTP post. Enter the filename of the
ROM image or press "Browse" to help locate the file.

To initiate the HTTP download process, press "Start HTTP Download."

If the main application is executing at the time, the device will automatically reboot itself into
the downloader mode and begin the download process. If the downloader application is
executing at the time, the download process will begin. The download status will be displayed

when the image download process is complete. Please refer to Section A “The Downloader

Application” for more details on the download process.

guration Reset Logout

Download

Warning! The download process will reset the unit into the download mode. This will terminate all network connections and reset your browser
Autolipate connection.

TFTP Download method {Select rermote TFTP server IP address and filename)

Filename: | |

Start TETP Davvnload

HTTP Download method (Selectfilename on local browser maching)
Filename .
Start HTTP Downloac

URL Download method {Currently thp:f, hitp:! and hitp=:/f are supported)

URL: | |

Start URL Download

HTTP Download method:

When using http to upgrade firmware, it will check firmware version before starting download
process.

In Filename field, press Browsing Button. (1)

Press Start HTTP Download button to start downloading file. (2)

If firmware version doesn't fit in with old version, it won't allow updating.
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AutoUpdate
AutoUpdate: This feature is an auto-installation system. It can update device configuration
values or firmware through TFTP, HTTP, or HTTPS.
Click "Download" item on the top menu. (1)
Click "AutoUpdate" item on the left menu. (2)
Select "YES" from Enable AutoUpdate drop down menu. (3)
Select item form Update Protocol drop down menu. (4)
In Update Server Address field, key in IP address by connected server. (5)
In Update Server Port field, key in port number by connected server. (6) (e.g.: 23/80/443)
Press “Save AutoUpdate” button. (7)

The web system will redirect to reset web page.

Home LAR SIP COD T Download Configuration Reset Logout

AutoUpdate (Auto Provisioning)

Enable Autolipdate: HO  w

Lpdate Protocal: TFTF |+

Lipdate Server Address: |

Lipdate Server Port: I:I

Save Autollpdste |

Configuration

Backup

Backup configuration values of system settings to a file from the device:
Click “Configuration” item on the top menu. (1)

Click “Backup” item on the left menu. (2)

Press Backup Configure File button to save configuration file. (3)

Home LAM S n Feset Logout

Configure File Backup

Restore
[ Backup Configqure File ]
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Restore

The following page is used to restore configuration values of system settings from a previously
saved configuration file, or default factory values that stored inside the device.
Restore configuration from a file:

Click “Configuration” item on the top menu. (1)

Click “Restore” item on the left menu. (2)

Press Browsing button to select file by backup from local machine. (3)

Press Start Download button to process downloading file. (4)

After downloading file is finished, the web system will redirect to restart device.
Restore default factory values form device:

Click “Configuration” item on the top menu. (1)

Click “Restore” item on the left menu. (2)

Press “Start Restore Default Factory” button. (5)

After restoring default factory, the web system will redirect to restart device.

Home LAM SIF 1 Download Gonfiguration Reset Logout

Configure Restore

Configure Restore method (Select filename on local browser maching)

Filename:| |mj

Ztart Dovenload |

Restore Factory Default

Ztart Restore Default Factory




ACCESS

your voice and network access
Reset
The following page provides options for resetting the device. Select whether you wish to reset
the device and start executing the main (default) application, or whether you wish to reset the

device and start executing the internal downloader application. Press "Reset" to reset the

device

nfiguration

Reset

You must reboot to make your changes active.
Warning: Resetting the system will terminate all network connections and reset your browser connection.

(&) Resetand execute Main Application

O Resetand execute Downloader Application

Reset
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IP0025 Manual
FUNCTION OF CONTROLS

MESSAGE
Press to link to voicemail server to retrieve voice messages

UP and DOWN arrows
Navigation keys

ENTER
Press to move to sub-menus

DELETE
1. Delete digits or characters under the circumstances of editing
a. Press to edit the number while initiating a call or a call conference or pre-dial
b. Press to edit the number when setting forwarding number
c. Press to edit data when add new contact information to phone book
d. Press to edit the phone number when programming speed dial
2. Press to delete contact information
a. Delete contact information from phone book
b. Delete contact information from received calls
c. Delete contact information from missed calls
d. Delete contact information from outgoing calls

STORE

Confirm settings

a. Confirm forwarding phone number

b. Add new phone number to phone book
c. Store speed-dial memory

d. Confirm ring melody

e. Confirm phone settings

FORWARD

a. Press to activate forwarding function to forward incoming call to an assigned
telephone number

b. Press to deactivate forwarding function if it is previously activated
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SET
Press to enter sub-menus for phone settings

CLID
Press to enter received and missed calls selection page

MUTE
a. Press to mute all microphones
b. Press to resume conversation from mute

HOLD
a. Press to put an active call on hold
b. Press to resume conversation from hold

CONF
a. Press to join a third party into a conference call
b. Press to remove the last joined party from conference call

AUTO RD
On-hook, press to dial out the last dialed number 15 times automatically if phone line
of second party is occupied

REDIAL/OUT
a. On-hook, press to show last dialed number on the LCD
b. Off-hook, press to dial last dialed number automatically

SPEAKER/HEADSET
a. Press to activate speakerphone or headset
b. Press to deactivate speakerphone or headset

VOLUME up and down

a. On handset, press to adjust handset volume

b. On speakerphone, press to adjust speaker volume
c. On headset, press to adjust headset volume

TRANSFER
Press to transfer a call
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OPERATION
Make a call
. Lift up the handset and then dial the number, speak through handset.
b. Press SPEAKER/HEADSET (Headset plugged in and handset down) and then
dial the number, speak through headset
c. Press SPEAKER/HEADSET (Headset not plugged in) and then dial the number,
speak through speakerphone.
d. On-hook, dial the number, and then pick up the handset or press SPEAKER/
HEADSET (Headset plugged in and handset down) or Press SPEAKER/
HEADSET (Headset not plugged in)

Receive a call

a. Lift up handset to conduct conversation through handset

b. Press SPEAKER/HEADSET (Headset plugged in and handset down) to conduct
conversation through headset.

c. Press SPEAKER/HEADSET (Headset not plugged in) to conduct conversation
through speakerphone

End a call

a. On handset: place handset back on-hook

b. Headset: press SPEAKER/HEADSET or lift up handset and put it back on
cradle to terminate a conversation

c. Speakerphone: press SPEAKER/HEADSET button or lift up handset and put it
back on cradle to terminate a conversation

Call transfer

a. During an active call, press TRF to place the current call on hold, call the third
party to which the call is to be transferred, and then hang up the phone.

b. During an active call, press HOLD to place the current call on hold, call the third
party to which the call is to be transferred, press TRF once the call is connected
and then hang up the phone

Conference

a. During a call, either an incoming call or outgoing call, press HOLD or CONF to
place the current call on hold, and then dial the number of third party that is to be
joined into the conference, press CONF again once the call is connected to initiate
a 3 way conference.

b. Press CONF or hook switch anytime during a conference call to remove the last
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joined party from the conference.

Call forwarding

a. On-hook: press FWD and enter the telephone number to which the calls are to be
forwarded, press STORE (PROGRAM) to confirm

b. Press FWD to deactivate forwarding function if it is previously activated

Redial

a. On-hook, press REDIAL to view the last dialed number, and then review other
last 19 dialed numbers by using navigation keys; select a desired number and lift
up the handset or press SPEAKER/HEADSET to dial out automatically.

b. Off hook, press REDIAL to dial out the last dialed number automatically.

Switch Talk Mode from Handset to Speakerphone or Headset
On handset, press SPEAKER/HEADSET and speak through speakerphone or
headset

Switch Talk Mode from Speakerphone or Headset to Handset
On speaker or headset, lift up handset and speak through handset

Pre-dial
On-hook, dial the phone number and then Ilift up the handset or press
SPEAKER/HEADSET to dial out automatically.

CALLERID

Caller ID review

On-hook, press CLID and the LCD displays 1.RECEIVED 2.MISSED; select 1 or 2

by using navigation keys and press ENTER to access 1.received call page or 2.missed

call page

a. Received: Use navigation keys to view 100 most recent received calls in
corresponding order, select a number and press ENTER to show the details of the
call including name of calling party, phone number, call in date and time.

b. Missed: Use navigation keys to view 100 most recent missed calls in
corresponding order, select a number and press ENTER to show the details of the
call including name of calling party, phone number, call in date and time.

Call back from caller 1D
Select a number from received or missed calls, and then lift up the handset or press
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SPEAKER/HEADSET to dial out automatically.

Delete caller ID

a. Delete one: Select a number from received or missed calls, press DELETE to
bring up sub-menu and select DELETE ONE by using navigation keys, press
DELETE again to confirm

b. Delete all: Press DELETE under received or missed call page to bring up
sub-menu, select DELETE ALL by using navigation keys and press DELETE
again to confirm

PHONE BOOK

On-hook, press PHONE BOOK and the LCD displays 1.ADD 2.SEARCH; select 1
or 2 by using navigation keys and press ENTER to access 1.name input page or
2.view contact page

View phone book

a. SEARCH: in view contact page, use navigation keys to browse between stored
contact information

b. SEARCH: in view contact page, enter the initial of the name to bring up a list of
names with the same initial and then browse contact information by using
navigation keys

Store contact information to phone book
a. ADD: in name input page, key in the name and press ENTER to access number
input page, key in number and then press STORE (PROGRAM) to confirm
b. Select a number from received or missed calls or outgoing (redial) page, press
PHONE BOOK, select ADD and press ENTER to access name input page, key
in the name and press ENTER to access number input page, press STORE
(PROGRAM) to confirm.
c. Repeat the same approach to add more names and numbers to the phone book, if
maximum capacity of 100 is reached, MEMORY FULL will display on LCD

Remove contact information from phone book

a. DELETE ONE: select a number from view contact page, press DELETE to
bring up sub-menu and select DELETE ONE by using navigation keys, press
DELETE again to confirm

b. DELETE ALL.: press DELETE under view contact page to bring up sub-menu,
select DELETE ALL by using navigation keys, press DELETE again to confirm
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Edit contact information in phone book

Select a contact information to be edited in view contact page, press DELETE to
bring up sub-menu and select EDIT, press DELETE to enter name input page and use
DELETE button to edit name, press ENTER and then edit number in number input
page, press STORE to confirm.

Call from phone book

On-hook, select a desired number in view contact page and lift up the handset or press
SPEAKER/HEADSET button (headset plugged in) or press
SPEAKER/HEADSET button (headset not plugged in) to dial out automatically

Auto-redial
On-hook, press AUTO RD to dial out the last dialed number repeatedly and activate
speakerphone.

Program speed-dial key
Press STORE (PROGRAM) and key in telephone number that is to be set as
speed-dial number, assign a memory location on the face plate and press it to
confirm.

Speed dialing

a. On-hook, press desired speed-dial button corresponding to the stored number and
then lift up the handset or press SPEAKER/HEADSET to dial out automatically

b. Off-hook, press desired speed-dial button corresponding to the stored number to
dial out automatically

Volume adjustment

a. On handset, press volume up and down button to adjust handset volume

b. Speakerphone mode, press volume up and down button to adjust speakerphone
volume

c. Headset mode, press volume up and down button to adjust headset volume

Hold

Mute and resume conversation

When MUTE Kkey is pressed, the transmitter microphone on the handset,
speakerphone, and headset will be muted. All microphones will remain muted until
the MUTE button is pressed again.
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Message storage and retrieval

PHONE SETTING

Date Format

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER, select
Date and Time and press ENTER, select Date Format to access date format selection
page, select desired date format and press STORE to confirm

a. DD-MM

b. MM-DD

c. DD-MM-YY

d. MM-DD-YY

Time Format

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER,
select Date and Time and press ENTER, select Time Format to access date format
selection page, select desired time format and press STORE to confirm

a. 12HR

b. 24HR

Ringer Tone

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER,
select Ringer and press ENTER, select Ringer Tone to access Ringer Tone selection
page, select from 1 to 8 by pressing number key and then press STORE to confirm

Ringer Volume

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER,
select Ringer and press ENTER, select Ringer Volume to access Ringer Volume
adjustment page, adjust the volume by using volume adjusting keys and then press
STORE to confirm.

Handset Volume

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER,
select Ringer and press ENTER, select HS Mic Gain to access Handset Volume
adjustment page, adjust the volume by using volume adjusting keys and then press
STORE to confirm.

Speaker Volume

On-hook, press SET to enter submenus, select Phone Set Up and press ENTER,
select Ringer and press ENTER, select HF Mic Gain to access Speaker Volume
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adjustment page, adjust the volume by using volume adjusting keys and then press
STORE to confirm.

View IP address

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Host Config and press ENTER, select IP Config and press ENTER to access IP
Address acquiring page, press ENTER again to show IP Address on the LCD

View MAC address

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Host Config and press ENTER, select MAC Address and press ENTER to access
MAC Address acquiring page where MAC Address is shown on the LCD

View Net Mask address

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Host Config and press ENTER, select NetMask Config and press ENTER to access
NetMask Address acquiring page, press ENTER again to show NetMask Address on
the LCD

View Host name

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Host Config and press ENTER, select Host Name and press ENTER to access Host
Name acquiring page where Host Name is shown on the LCD

View Domain name

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Host Config and press ENTER, select Domain Name and press ENTER to access
Domain Name acquiring page where Domain Name is shown on the LCD

View Gate Way address

On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
Router Cfg and press ENTER, select Gateway Addr and press ENTER to access
Gateway Address acquiring page where Gateway address is shown on LCD

View DNS Server address
On-hook, press SET to enter submenus, select Network Cfg and press ENTER, select
DNS Server and press ENTER to access DNS address acquiring page where DNS
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Server address is shown on LCD

Call Manager

Password

Reboot



